
Subject: Re: Req: Anyone have a how-to or checklist for Asterisk inside VPS?
Posted by rollinw on Tue, 18 Jul 2006 17:08:51 GMT
View Forum Message <> Reply to Message

Hi Thorsten,

Perhaps you have a newer version of asterisk.  In my version, if one wants to use a telephone line
input (zapata/zaptel), then it is necessary to create /dev/zap directories, in which case, these
would also need to be managed by the VE and given access through DEVICES.  If the PBX is
doing only VoIP (SIP, etc.) then this may not be necessary.

Based on other posts, I would think that a VE-based Asterisk system would have a problem
handling audio devices.  Do you have any experience in this area?

Regards,
rollinw
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